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Hactpownka Grandstream GXP1405,1450

1. NoaknunTb Grandstream k ceTu ANEKTPONNTaHNA N K UHTEPHETY.

2. Y3HaTtb IP agpec moxHo Yepes naHenb TenedoHa, HaxaB Ha KIaBuLly
MENU — Status — Network Status — IP

3. B BepxHen cTpoke oTobpasutcs IP-agpec TenedoHa. BBognm aToT agpec B agpecHom
cTpoke Bawero 6paysepa (Hanpumep 192.168.0.100). OTkpoeTca Web-uHTepdenc tenegoHa.

4. Maponke no ymon4yaHuio «adminy.

5. OTkpbiBaem Bkragky Accounts — General Settings n 3anonHsem
creaytoLune nons:

General Settings

Account Active No @ Yes

Natwerk Semrgs l Account Name Sip login
:":* ‘ I SIPServer  voip.uiscom.ru:9060
e I Secondary SIP Server

Outbound Proxy

SIP User ID Sip login
Authenticate ID Sip login

Authenticate Password Sip password

E

Name  Sip login

Voice Mail UserlD

6. Haxxumaem «Save.

7. B pasgene Basic Settings meHsiem 3HadeHue B none Local Sip Port ¢ 5060 Ha 5062. [Anga
Kakgow TpyOKkM NopThbl JOIMKHbI ObiTb MHAMBUAYANbHBIMU.



Basic Settings

Genersi Setungs l TELURI @ Disabled © Usersphone © Enabled
N Sy l SIP Registration Mo ® Yes
5 Settings
‘:i Unregister on Reboot No @ ves

Basic Settings

Advanced Festures I Register Expiration 3

Sesson Timer l Reregister before Expiration 0

S | ' localSIPPort 5062 I
Auto Settngs I e =
Cot Semngs l Wait Time

SIP T1 Timeout 05secis

SIP 12 Timeout | 4 sec |»/
SIP Transport @ LOP © TCP O TLS/TCP

SIP URI Scheme When Using
ns sp ® sips

Use Actual Ephemeral Port in

Contact with TCP/TLS  © o Yes

Remove 08P from Route ® No O Yes
Support SIP Instance 1D lo @ Yes
SUBSCRIBE for MWI ® no © Yes
SUBSCRIBE for Registration @ o Yes
Enable 100rel ® No T Yes

Caller 1D Display ® Auto © Disabled © From Header

Use Privacy Header @ Default 7 No ) Yes

8. Haxxumaem «Save».

9. B nyHkTe Audio Settings octaensem Tonbko kogekn PCMA, PCMU, G.729A/B, B none DTMF
Payload Type ctaBum nokasatenb 101 n Bkntodaem Symmetric RTP.



Accounts

Audio Settings

Accourd 1

Derersl Semngs Send DTMF Clin-audio ¥ via RTP (RFC2833) [l vaa SIP NFO
v DTMF Payload Type § 101
S Semrgs :
Preferred Vocoder - choice 1 PCMA e
Audio Settings
ColSuings I l Preferred Vocoder - choce 2  PCMU -
Account 2 Preferred Vocoder - choke 3 G, 729A/B =
I Preferred Vocoder - choice 4 -
preferred Vocoder - choice § -
I Preferred Vocoder - choice 6 -
Preferred Vocoder - choice 7 -
mmmm ® %o O Yes
SRTP Mode Mo -
S#ence Suppression ® No U Yes
Vokce frames per TX 2
G723 Rate 6.3kbps encoding rate ® 5.3kbps encoding rate

G.726-32 Packing Mode
LBC Frame Size

WBC Payload Type
Jtter Butter Type

tter Buffer Length

10. Haxxumaem «Save».

11. OTtkpbiBaem Bknaaky Settings — Call Features n Bkntoyaem cnegyrowue

®my O ETF
20ms @ 30ms

a7

Adagtre =]

300ms |»|

nons: Disable Call Waiting n Disable Call Waiting Tone



Status Accounts

Settings Call Features

Settings

Network

Maintenance

Phonebook

General Seltings

Call Features off-hook Auto Dial

Faey o Off-hook Timeout

30

Audio Control
Disable Call waiting

Disable Call Waiting Tone

Disable Direct 1P Call

AN Use Quick TP Call Mode
Programmable Keys

Disable Conference

Disable in-call DTMF Display
Enable MPK Sending DTMF
Disable DND Button

Enable Idlke Mute

12. Haxunmaem «Save and Apply».

13. HacTpowika 3aBepLueHa.
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